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[57] ABSTRACT

A pulse code modulation signal processor extracts sig-
nal processor control words from a serial pulse code
modulation data stream also containing error detection
and correction codes. The PCM signal processor in-
cludes a serial-to-parallel converter to convert the serial
PCM data stream into the signal processor control
words in a parallel format, an error detector connected
to the serial-to-parallel converter for forming an error
signal indicating the presence or absence of an error in
the control words, registers for storing first signal pro-
cessor control words when the error signal indicates the
absence of an error in the signal processor control
words and for preventing the storage of the signal pro-
cessor control words when the error signal indicates the
presence of an error in the signal processor control
words, and a transient error correction circuit for stor-
ing second signal processor control words when the
error signal first indicates the presence of an error and
subsequently indicates the absence of an error and when
the second control signals of two successive PCM data
streams are equivalent.

4 Claims, 6 Drawing Figures
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1
PCM SIGNAL PROCESSOR

FIELD OF THE INVENTION

This invention relates to a PCM (pulse code modula-
tion) signal processor, and more particularly, to a PCM
signal processor for a PCM audio signal decoder used
with a VIR (video tape recorder).

BACKGROUND OF THE INVENTION

In the field of audio engmeenng, digital technology
has been used most often in the design of professional
equipment. Recently, consumer video cassette tape
recorders have incorporated digital technology and
movement toward using digital technology in consumer
audio equipment appears to be accelerating.

A major reason for this trend is that the PCM record-
ing and playback system, which is made possible by
combining a video tape recorder (VTR) with digital
technology, has a much broader dynamic range than do
conventional analog tape recorders. Another reason is
‘that in comparison with those conventional recorders,
the PCM system has practically no wow and flutter.
Also, the PCM systems’ frequency and distortion char-
acteristics are substantially superior to those of analog
systems.

A PCM audio system connected to 2 VIR requires a
digital signal processor to transform the PCM signal
format to and from the appropriate television signal
format. The format for the PCM audio signal may be
the one prescribed by the EIAJ (Electronic Industries
Association of Japan) Technical File: STC-007, which
employs bit error correction schemes together with
interleaving techniques. This format will be described
in detail below.

Encoded PCM audio signals in a TV signal format
contain various control signals as well as the PCM
audio signals. The control signals are used to control the
PCM decoders, as will be explained below.

Conventional PCM signal processors for decoding
encoded PCM signals do not 'adequately detect and
correct errors in the control signals. One reason for this
inadequacy is that conventional signal processors use
the same techniques to correct conirol signals as to
correct audio signals, and those techniques do not work
well for control signals.

SUMMARY OF THE INVENTION

It is, therefore, an object of the present invention to
reduce the malfunctions of error correction in a PCM
signal processor.

According to the present invention, the PCM signal
processor for extracting signal processor control words
from a serial PCM data stream also containing error
detection and correction words comprises: serial-to-
paraliel converter means for converting the serial PCM
data stream into a parallel form, the serial-to-parallel
converter means including terminals for outputting the
signal processor control words; error detecting means
responsive to the error detection and correction codes
and connected to the serial-to-parallel converter means
terminals for forming an error signal having a first state
indicating the presence of an error in the control words
and a second state indicating the absence in a error in
the control words; means for storing first signal proces-
sor control words when the error signal is in the second
state and for preventing the storage of the first signal
processor control words when the error signal is in the
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2

first state, the storing means containing signals for the
PCM signal processor; and transient error correction
means for storing second signal processor control
words when the error signal is initially in the first state
and subsequently in the second state, and when the
second signal processor control words of two succes-
sive PCM data streams are equivalent.

Additional objects and advantages of the present
invention will become apparent to persons skilled in the
art-from the following detailed description and the ac-
companying drawings.

BRIEF DESCRIPTION OF THE DRAWINGS

FIG. 1 shows one type of word signal allocation
accordmg to the EIAJ format for a horizontal line scan-
ning period of a TV signal;

FIG. 2 shows a control signal allocation for the hori-
zontal scanning period; ‘

FIG. 3 shows another type of word signal allocation
for a horizontal scanning period;

FIG. 4A shows a signal allocation for an odd vertical
field of a TV signal;

FIG. 4B shows a signal allocation for an even vertical
field of a TV signal; and

FIG. 5 shows a block diagram of one embodiment of
a PCM signal processor according to the present inven-
tion.

DESCRIPTION OF THE PREFERRED
EMBODIMENT

The present invention will be described in detail with
reference to the accompanying drawings FIG. 1 to
FIG. 5. Throughout the drawings, like reference letters
and numerals will be used to designate like or equivalent
elements.

Before describing the invention, it is necessary to
describe the EIAJ signal format. This will be done by
referring to FIG. 1 through FIG. 4B.

When PCM encoding analog audio signals, two chan-
nels of stereophonic analog signals (I and R) are indi-
vidually sampled at about 44 kHz. Each sample be-
comes a 14-bit or 16-bit PCM data word in a video
signal portion of the standard television (TV) signal.

FIG. 1 shows an example of a waveform and data
format of one horizontal scanning period (1H period)
when the sample becomes a 14-bit data word. Each
video signal block in a single horizontal lime contains
six PCM data words (three data words per channel: L,,
Rp—3p, Lnt1—6D Rut1-9D, Lut2—12pand Ryp2_15p)
with two check words (P,.-13p and Q,_21p) for error
correction, and one CRC word for error detection.
These words form a 9-word, 128-bit data block (DB) for
each horizontal scanning period.

The CRC word consists of 16 bits, but all other words
are 14 bits. The PCM data words shown in FIG. 1 as L
and R correspond respectively to the left and right
channels of the sampled data. The suffixes represent the
number of the sample in the sampling order.

In the format shown in FIG. 1, the data is interleaved
such that each data word, i.e., the six PCM data words
and the two check words are successively shifted 16
blocks (or equivalently 16 horizontal lines). The latter
D in the suffixes of the sample data words in FIG. 1
represents both the number of blocks of the interleave
and the equivalent amount of time necessary to transmit
that number of blocks. In this case, the number of blocks
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of the interleave is 16, which is equivalent to a word-
interleave of 3D =48 words. ‘

The horizontal line (1H) in FIG. 1 is 168 bits long.
This 168-bit line comprises a 13-bit long horizontal sync
signal HS, followed by an interval of 13 bits, then a 4-bit
clock signal CK for synchronization of data. The code
of the data synchronization signal CK is “1010.” The
128-bit data block described above is next, followed by
a single bit representing-a “0,” a white reference signal
W of 4 bits and a 5-bit long null signal.

FIG. 2 shows a 1H horizonial line containing a con-
trol signal data block (CDB). This format is the same as
that of FIG. 1 except the 128-bit data block in FIG. 1 is
replaced by a 128-bit control data block. The 128-bit
control data block in this case comprises a 56-bit head-
ing signal word S, a 14-bit content discrimination signal
word T, a 28-bit address signal word U, a 14-bit control
signal word CT, and the previously mentioned 16-bit
CRC error detection word.

The content of the 14-bit control signal word CT is
shown in Table 1.

TABLE 1
Control Bit
Bit No. Code Content content content

1to 10 No prescription — 0

11 Dubbing inhibition code Absent 0

12 P correction discrimination Present 1]
code

13 Q correction discrimination Present 0
code

14 Pre-emphasis discrimination Present 0
code

In Table 1, the Q correction discrimination code is
“0” representing “presence” when each word of the
PCM audio signal is 14 bits as shown in FIG. 1. When
each word comprises 16 bits, the data format shown in
FIG. 3, the Q correction discrimination code is “1”
representing ‘“‘absence.”

FIG. 3 shows an example of the data block in which
each sample data word of the PCM audio signal is 16
bits. In this case, the 128-bit data block comprises six
16-bit words (three left and three right channel audio
signals), a 16-bit error correction word P and a 16-bit
CRC error detection word, for a total of eight words.

The above data signals for 1H horizontal lines are
arranged in a vertical scanning field as shown, for exam-
ple, in FIGS. 4A and 4B. FIG. 4A corresponds to an
odd field and FIG. 4B corresponds to an even field.

Each field begins with an equivalent pulse EP, a
vertical sync signal VS, and another EP. The control
signal block CDB (see FIG. 2) is the 10th horizontal line
in the odd field (see FIG. 4A) and the 10.5th horizontal
line in the even field (see FIG. 4B). After the CDB,
there are 245 horizontal lines (see FIGS. 1 and 3) in the
data block DB. The remaining horizontal lines consti-
tute a blank period BL.

Of the 262.5 horizontal lines constituting one vertical
field in FIGS. 4A and 4B, the 16.5 lines which do not
contain the control signal block CDB or one of the 245
lines in the data block DB correspond to the vertical
blanking period of the standard television signal.

FIG. 5 shows a block diagram for one embodiment of
a PCM audio signal decoder of the present invention.
Control signals and modulated PCM audio signals re-
produced from a VTR (not shown) are applied to TV
signal demodulator 12 through terminal 11.

When the TV signal contains a data block (FIGS. 1
or 3), demodulator 12 extracts the data block, including
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4

the PCM data words, shown in FIGS. 1 or 3, and shapes
their waveforms. The extracted data block is then ap-
plied to serial-to-parallel converter (hereinafter “S/P
converier’”) 13 where the data block is divided into
14-bit words: Ly+21D, Rn+18D, La+15D, Rut1+12D
Ln+2+90, Ru+2+6D Pnt3p, Qun and a 16-bit CRC.
These words are outputted from nine parallel output
lines sets 131 through 139 of S/P converter 13.

Line sets 131-138 in the preferred embodiment have
14 lines and conunect to de-interleave circuit 14. The six
data words, L,421p through R,42.+6p, and the two
check words, Py43p and Qp, are thus inputted to de-
interleave circuit 14.

De-interleave circuit 14 comprises several delay cir-
cuits, by which seven of the words, Ls4210, R4 18D,
Lut1+150, Ruy 14120, Ln+2+9D, Rut246D, Puyapare
delayed by amounts 7D through D, respectively. Check
word Qy is not delayed. By the delays, de-interleave
circuit 14 presents the data and check words Ly, R,
Lus1, Rus1, Lny2, Rug2, Py and Qp, in parallel and
simultaneously.

The six data words, Lnt+21D, Rut18D, Lnt1+15Ds
Rp+1+120, Lyu+2+9p and Ry 4246D, and the two error
correction check words P, 3p and Q, are applied to
block error detector 15 together with the error detec-
tion CRC check word.

Block error detector 15 detects the existence of any
errors in the control data block using the CRC check
word. Block error detector 15 then generates error
pointer Ep indicating the presence or absence of such
€rrors, '

The de-interleaved PCM words from de-interleave
circuit 14 are applied to error correction 16 where stan-
dard error correction is practiced for data words L,
Ry Lyt1, Rug1, Lyy2 and Ry42. The word “correc-
tion” in this application also includes compensation.
The corrected data words from error corrector 16 are
then inputted to digital-to-analog converter (hereinafter
“D/A converter”) 17, and the resulting analog audio
signals are amplified by amplifier 18 and applied to
output terminal 19.

When the TV signal contains a control data block
shown in FIG. 2, that signal is demodulated and the
control data block contained in the signal is applied to
S/P converter 13. The output signals of S/P converter
13, however, are sent to a different destination. The
56-bit heading signal word S appears on output line sets
131 through 134, each line set carrying 14 bits; the 14-bit
content discrimination signal word T appears on output
line set 135; the 28-bit address signal word U appears,
divided into two 14-bit words, on output lines sets 136
and 137; and the 14-bit control signal word CT appears
on output line set 138. The 16-bit error detection CRC
word on output line 139 is processed by the block error
detector 15 in the same way that the CRC word for the
data block in FIG. 1 is processed.

Data block detector 20 controls de-interleave circuit
14 to decode PCM data blocks (e.g., those in FIGS. 1 or
3) but not control data blocks (e.g., the one in FIG. 2).
In the preferred embodiment of the invention shown in
FIG. 5, de-interleave circuit 14 is connected to data
block detector 20 by a single signal line. When data
block detector 20 detects in the vertical field a control
signal data block (See FIG. 2), detector 20 places a
pulse signal of a logic “1” on this signal line to tell
de-interleaver 14 to stop operation. The pulse signal
lasts for one horizontal period.



4,433,416

5 i,

When this signal is present, data flip-flop registers
(hereinafter D-FFs) 21-25 are brought into play. The
words T, U and CT outputted from S/P converter 13
are introduced to the D input terminals of D-FFs 21
through 25. In the preferred embodiment, D-FF 21
would latch word T, D-FFs 22 and 23 would latch
word U, D-FF 24 would latch the first ten bits of words
CT and D-FF 25 would latch the trailing 4 bits of word
CT. The outputs of D-FF’s 21-25 are then used to con-
tain the control signals for the PCM signal processor of
this invention. D-FF’s 21-23 are each fourteen bits
wide, D-FF 24 is ten bits wide and D-FF 25 is four bits
wide. ‘

The gate or clock input of D-FFs 21-24 is the output
of AND gate 26. The clock input of D-FF 25 is the
complement of the other D-FF clock inputs since D-FF
28’s clock input is connected to the output of AND gate
26 via inverter 28, .-

AND :gate 26 has two inputs. One input is a signal
from data block detector.20 and the other input is error
pointer Ep after is passes through inverter 27.. .

An error pointer equal to a logic “0™ is generated
from block error detector 15 when there are no errors in
the control data block. That logic “0” is changed to-a
logic “1” by inverter 27 and the output of inverter 27.is
applied to AND gate 26. If the data block detector 20 is
outputting a logic “1” signal to AND gate.26, a-logic
“1” signal from inverter 27 will cause a logic “1” at the
output terminal of AND gate 26, which will in turn
cause D-FFs 21 through 24 to latch the signals at their
input terminals. Thus words T, U and the leading 10 bits
of CT appear on output terminals Q of D-FFs 21
through 24, respectively.

When there are errors in the control data block, block
error detector 18 generates a logic “1” for the error
pointer. This causes the output of AND gate 26 to be-
come “0” because the output of inverter 27 is “0.” Con-
sequently, D-FF’s 21 through 24 will not latch the
words T, U and the leading 10 bits of CT on their re-
spective D input terminals, so D-FF’s 21 through 24
continue to hold the data that they inputted the last time
their gate was at a logic “1.” The output of FF’s 21-24
containing the words T, U and the first 10-bits of word
CT are thus controlled by block error detector 15.

The explanation of D-FF’s 25 and 30 and gates 29 and
31 must be prefaced by the observation that although
only one of each of the above-mentioned elements is
shown in FIG. 5, there are actually four identical sets of
such elements, each connected to a separate line from
line set 138.

As explained above, the gate inputs of D-FF 25 re-
ceive the complement of the output of AND gate 26.
The inputs of D-FF 28 are connected to the lines 138
from S/P converter 13 which contain the last four bits
of the CT signal. The signals on these lines are also each
connected to one input terminal of one of the EQUIV-
ALENCE gates 29. Each D-FF flip-flop having an
input connected to one of the EQUIVALENCE gates
29 also has an output connected to the other input of the
same EQUIVALENCE gate. Each output of a D-FF
25 flip-flop is also connected to the input of a different
D-FF 30 flip-flop.

Each output terminal of EQUIVALENCE gates 29
connects to an input terminal of a different AND gate
31. The other input terminal is connected to the output
terminal of AND gate 26, which contains the gate signal
for D-FFs 21-24. The output of AND gates 31 is the
gate signal of D-FF 30.
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Thus, in an error condition when D-FF’s 21-24 do
not latch, neither does D-FF 30. Preferably, the G out-
put terminals of the first flip-flop of D-FF 30 would be
the copy inhibition code listed on Table 1. The Q output
terminals of the second and third flip-flops of D-FF 30
would, in the preferred embodiment, contain the P and
Q correction discrimination codes and would be con-
nected to control terminals of error corrector 16. In the
preferred embodiment, the output of the fourth flip-flop
of D-FF 30 output contains the pre-emphasis discrimi-
nation code and is connected to de-emphasis circuit 32
added to amplifier 18. De-emphasis circuit 32 provides
frequency equalization characteristics for amplifier 18,
and in the preferred embodiment, is a resistor-capacitor
circuit.

When the output of AND gate 26 is a logical “1,”
D-FF 25 does not latch the trailing 4 bits of CT appear-
ing at its D input terminal and instead keeps the data it
latched the last time AND gate 26’s output was at logi-
cal “0.” When AND gate 26 is at “0” the output of
D-FF 25 becomes equal to its inputs.

The output of EQUIVALENCE gates 29 is at logic
“1” when both of its input signals, the input and output
of a D-FF 25 flip-flop, are the same; that ‘output is at
logical “0” when its input signals are different. -

When the output of EQUIVALENCE gate 29 is “0,”
D-FF 30 fails to latch the output of D-FF 25 regardless
of the state of the gate 26 because the G input of D-FF
30 is at a logic “0.” When this occurs, D-FF 30 outputs
the data it held previous to its gate signal becoming a
logic ““0,” despite what new signals appear on its D
input terminal. Consequently, when the input and out-
put of D-FF 25 disagree with each other, indicating a
change in control signal, the decoder is controlled by
the previous control signal.

As indicated above, EQUIVALENCE gates 2% out-
put a logic “1,” when the input data and output data of
D-FF 25 agree with each other. Thus, the output data
of D-FF 25 is latched into D-FF 30 if the output of
AND gate 26 is a logic “1” and if the input and output
of D-FF are the same. This ensures that the decoders
are always controlled by control data signals which
have been extracted at least twice in a row from the
latest field of the TV format signal.

Therefore, in the above embodiment, the copy inhibi-
tion code, the P correction discrimination code, the Q
correction discrimination code and pre-emphasis dis-
crimination code, which each seriously affects the de-
coding operation for the PCM audio signal, are checked
for disabling errors. Although the transmission of new
control signals is delayed by one frame due to the de-
coder of this invention, the PCM signal processor of
this invention ensures that random errors in the PCM
control signals do not adversely affect the signal proces-
sor’s operation.

It will be apparent to those skilled in the art that
various modifications and variations can be made in the
PCM signal processor of this invention. It is intended
that the present invention cover the modifications and
variations provided that they come within the scope of
the appended claims and their equivalents.

I claim: :

1. A pulse code modulation (PCM) signal processor
for extracting signal processor control words from a
serial PCM data stream also containing error detection
and correction words, said PCM signal processor com-
prising:
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serial-to-parallel converter means for converting said
serial PCM data stream into a parallel form, said
serial-to-parallel converter means including termi-
nals for outputting said signal processor control
words and said error detection and correction
words;

error detecting means responsive to said control
words and said error detection and correction
codes and connected to said serial-to-parallel con-
verter means terminals for forming an error signal
having a first state indicating the presence of an
error in said control words and a second state indi-
cating the absence of an error in said control
words;

8

sive PCM data streams are equivalent, said second
storing means thereby reducing the chance of erro-
neous operation by the receipt of random errors in
PCM control signals by ensuring that second signal
processor control signals be the same in two suc-
cessive PCM data streams before storage of said
signals.

2. The PCM signal processor in claim 1 wherein said
PCM data stream contains either all signal processor

10 control words or all PCM data words,

wherein said PCM signal processor also contains

means coupled to said PCM data stream for deter-
mining when said PCM data stream contains all
signal processor control words, and

first means coupled to said serial-to-parallel converter 15  wherein said error detecting means is connected to
means for storing first signal processor control said determining means and forms said error signal
signals from said signal processor control words in said second state when there is no error in said
when said error signal is in said second state and for signal processor control means at the same time
preventing the storage of said first signal processor that said determining means determines that said
control signals when said error signal is in said first 20 PCM data stream contains all signal processor
state; and control words.

second means connected to said serial-to-parallel 3. The PCM data storage means in claim 2 wherein
converter means for storing second signal proces- said first and second storing means include D-type flip-
sor control signals from said signal processor con- flop registers.

trol words when said error signal is initially in said 25 4. The PCM signal processor in claim 3 wherein said
first state and subsequently in said second state and transient error correction means includes two sets of
when said second signal processor control signals D-type flip-flop registers sequentially connected.
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